
SERVERS AND PABXes

SLICAN CCT-1668

ARE YOU OWNER OF SMALL OR MEDIUM ENTERPRISE?
FOR SURE YOU NEED SMALL BUT TECHNICALLY SOPHISTICATED COMMUNICATION 
SOLUTION.
UNIVERSAL SYSTEM WHICH, WILL GROW UP TOGETHER WITH YOUR BUSINESS.
ONE PRODUCT , WHICH WILL JOIN TOGETHER  POSSIBILITIES OF SEVERAL PRODUCTS – 
INCLUDING VoIP AND GSM GATEWAYS AS WELL AS CALL RECORDING.
SOLUTION, ECONOMICALLY ATTRACTIVE DURING PURCHASE, AND PRODUCT WHICH WILL 
DECREASE YOUR MONTHLY COMMUNICATION EXPENSES.

WE HAVE SOLUTION FOR YOU AND YOUR COMPANY!

CHOOSE SLICAN CCT-1668!

 

  ■ CCT-1668.L ■ CCT-1668.S     ■ CCT-1668.EU

INNOVATIVE USER SOLUTIONS:
ICD – Intelligent Call Distribution

All incoming calls will be automatically transfered to specified person or departments at your 
company – e.g. all calls from foreign countries will be forwarded to Export Department and 
calls from domestic market to person responsible for described region of country.

PATHFINDER – fast and efficient communication

Due to unique system of automatic call  path routing in Slican server, your customer 
calling back on number shown on his mobile will be connected directly to that person 
who called him before.

INVENIO – efficient and modern communication for incoming calls

Offer  to  your  customers something more than standard Infolinie.  Slican Invenio  is 
comfortable  and  user  friendly  system of  information  and  navigation  for  all  people 
calling your company.

VoIP telephony

Now, due to embedded VoIP module in Slican's servers, you may call via alternative 
VoIP providers and call for really low prices. Embeded VoIP Gateway in CCT-1668 will 
ensure you both, lower invoices and high quality of connections.

GSM telephony

Embedded  GSM gateway is  ideal  solution for  company using corporation  network. 
From now here on high quality GSM in low price my be realised also from / to usual 
system phone extension.

EbdRec – embedded call recording

To  record  and  archive  all  calls  you  do  not  have  to  buy  external  devices  now!. 
Embedded recording in CCT-1668 server is efficient and user friendly

www.slican.com
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SERVERS AND PABXes

SLICAN CCT-1668

PARAMETERS

PABX type CCT-1668.S CCT-1668.L CCT-1668.EU

Standard configuration – analogue ports 8 16 16

Maximal
capacity

Analogue trunks (ASS) 12 40 40

Analogue ports (AB) 32 88 88

ISDN BRA trunks (int./ext.) 12/11 12/11 12/11

ISDN PRA trunks - 1 1

VoIP channels 8 8 8

VoIP subscribers 118 118 118

GSM trunks / cards 2 4 4

CTS system ports Up0 / IP 18/18 18/18 18/18

Call recording channels 12 12 12

Available Slican devices

Digital system phones
Slican CTS-202, CTS-202.Plus and CTS-202.IP

Analogue phone XL-2023ID

Slican CTS-232 console

Slican BRF and BRV doorphones

Multi Audio Box (MAB-1101)

Applications supporting CCT-1668

Slican TelefonCTI.plus / TelefonCTI

Slican BillingMAN.plus / BillingMAN

Slican PayMAN

Slican RecordMAN

Slican ConfigMAN

VoIP 
parameters

Supported protocols SIP and IAX2 (voice codecs G.711, G.729,
GSM 6.10 FullRate)

Supporting third parties application/ 
devices

„softphone” type application or hardware IP phone,
IP gateway

Supported system phones Up to 18 Slican CTS-202.IP system phones and 100 
from another supplier

Working mode VoIP master or slave

Power supply ~230 V; 50 Hz;
< 60 VA

~230 V; 50 Hz;
< 120 VA

~230 V; 50 Hz;
< 120 VA

Wymiary (mm) szerokość x wysokość x głębokość 250 x 272 x 120 412 x 488 x 
120

483 (19”) x 
178-(4U) x 225

PROTOCOLS

Voice communication protocols POTS/ ISDN-EDSS1/ SIP v.2.0/ IAX2/ GSM900/1800/ 
Up0

Server communication protocols CTIP/  USRP/ PayMANP/ HotelP/ TAPI CSTA via 
OSITRON/ Ethernet

FUNCTIONALITY

• embedded VoIP and GSM gateways
• support for mobile users: Universal Message DND/ Follow Me
• possibility of creating networks based on servers MAC-6400 and CCT-1668
• local connection to computer via LAN or USB
• remote on-line monitoring of PBX via modem and Internet
• internal memory of system and charging events
• charging of PABX internal calls
• service of external numbering as internal
• cooperation with other PABXes, external software and external VoIP gateways
• service of „cheap minutes” limit
• service of users balance

www.slican.com
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